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Overview of Speech Synthesis and Voice Conversion Technology Based on Deep Learning
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Abstract Voice information processing technology is developing rapidly under the impetus of deep learning. The combination of
speech synthesis and voice conversion technology can achieve real-time high-fidelity voice output of designated objects and con-
tent,and has broad application prospects in man-machine interaction, pan-entertainment and other fields. This paper aims to pro-
vide an overview of speech synthesis and voice conversion technology based on deep learning. First, this paper briefly reviews the
development of speech synthesis and voice conversion technology. Next,it enumerates the common public datasets in these fields
so that it is convenient for researchers to carry out related explorations. Then,it discusses the T'TS models,including the classic
and cutting-edge models and algorithms in terms of style, rhythm, speed,and compares their effects and development potentials
respectively. Then,it reviews voice conversion by summarizing the voice conversion methods and optimization methods. Finally . it
summarizes the applications and challenges of speech synthesis and voice conversion,and looks forward to their future develop-
ment direction in model compression,few-shot learning and forgery detection, based on the problems faced by them in terms of
model,application and regulation.
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Table 1 Speech synthesis and voice conversion data sets
A% it 8] EE O ORAAE RBEHE/EHK
ASVspoof 2019 2020 4 KiE 107 121407 />
M-AILABS Speech 2018 4 ®iE — 102 /s B
L.]Speech 2018 £  HiE 1 13100 4~
Voxceleb2 2018 &£  %iEM 9000+ 1128246 4~
TED-LIUM 3 2018 &  %ZiEH 2351 452 /) #f
Aishell 2017 4 & 50 400 178 /) &
SurfingTech 2017 £ X 855 102600 4>
VCTK 2017 4 ®iE 109 44070 />
LibriSpeech 2015 4 HE 8 1000 /N B
XS 0 FF RO B 0O W T P N A B R R Y

%
Geit e 2 J5 ik A KCSE 4 i B i B9 R MURE A TR JEE 2 ) RGERY
LR L TR AT Ty B B A O A Bl I A R R i B R
AW IRAS S R, SR AR IR T R A H AR R

3 MXAKEBESF

M SCAR B8 5 (TTS) S 48 FHI L2 2 > B RLKE 45 3 30K
ol A8t LT T 0 LA ) — Bl R A 0 R 0 A R
D—H, HARKUL, TTS BRI R ENFRIFT RN
A, AT A0 Gy S SCAS AL L B R B S T R T A
fE 3 A BB R R DRSS L
M 7 1) 2 35 90 Bk B Sl T R LT R R R L ) S5 3% £
T o LA e i 3 T A A AN . AR T R T R n) R A A
(Hidden Markov Models, HMM) [ 18 & & 5 0 1t 2 19 5.1
TTS, 7648 F G2 112 5000 R B L 23 S 0] B G s 3K 18R 38 35 4%
TE RS A0 S5 49, O B2 B4 0 A A AR AT 48 1 Ak
AT RN, PR SO ENA R UERBRET ERT
fHEBIK . N T L 48 MR R 2L RS 1 R L S ek
T FR G0 G > AR Bk e 2 ) % TR R AR s
TRBE 2 ) U R 20 1 4 T B R 3 I Bl — R A5 3 4 R
IR ) B R el 2 ) 44 S B o 0o A O S R B TR T &R
Got I B TR A IR B — B T

3.1 FEMBBAREFS TTS

BE A TR 25 2] R TE TR & 6 0% W 32 B 6 TR 145
N S 5 T FR G TR A i A G AL A A 20 T vk S IR 1 R e
Pl N 28 AR, B B0 AT B A B B A . SCHRC12-13 10 iy
Tt bt 28 ) 2% 6 DA A SCAS T S R I 0 T SRR L P L B
FRAE AR AR SR T TARE TR ik KB R M E Z R &
FRAE  7E — @ RRBE D4R T T T WA T A AR BB L O LA B
BB T ik HEAT A 7R BE T RO SR R AT IR R 1 A5
BV TGS 2 ROCR . B D5 A 1E 19 0] B FE T 7
HI 158 0 28 3 BURFAIE B9 AR ME S A7 22 1L WT e s i D U R R AE (R
B A TR fRRIE B AR S T 40, Wa SEDV 4R B — R B R
LR RrIE TR R 7 NV | 53 & 187 I ol = 0y = W & BT
NS Y i e AT o 5 AR AR R AIE 7R O R WA AL 4R Ak T A B
B A 2 B4 [ B 3 3 AR A 68 4 AR IR 1 R TR )1 2 g o B L il
EHWS . BeAh, SCHRL15-16 148 IR B A5 & M 25 (deep belief
network) , % HMM H #: @61 5 S ¢ RR Z MM LR,
i 0 TR E LR R R T

SR 4 A R BB T AR e A T IR AR R I
W R M B T T AR B R A I T i ARATS A AE DL R L I
I 28 44 7 3] Ak 1 75 I8 U BN E AT — M A AL T, 2 T
AERIENREE EMERGER. TRATHFLEEZR. A
TR X — 0] A, JE T 0 26 R 48 ) 2% (Recurrent Neural Net-
work , RNN) Fll — 4E 45 FR (19 77 1 e A 4k #8109, oy 32 70
TR SR T R OO BE AT P M A 5 I 4 R R ] K T A e 12
M %% (Long Short-Term Memory, LSTM) B 82 1 il I 5 3 &
R4S R A D e SCAS e 2 3 1 i A D) BB B v AL Y
T et
3.2 WmEBlHEREFS TTS

R AR G T TR B A 2 W 45 R AR R A B T
BO AU TR 2] TR B B A A Y AR H
Forp i 2 W 28 ML AR R A LG — IR i BB
Tk B0 B 4 S I e A ST ) A DR T AR TR Y A
Ko BTENAMFNEMMBESEIFA —E &2 R
% o RGO B 2 o] B ORI R B8 e R R Ok

I A L B R R RICHE S 1 Hh BRI B R 24 AR M
Do 2% (1 45 1, b o il 380 ol 9 YR B A TR PR R R R
T2 5K A B A (1) o A A B T B P RE . JE P, WaveNet K&
%7 RN BT, ol TR B AL B S AR o AT O R
JE T 4 A0 oA s 28] i B0 3 5 A AR A 5 Deep Voice K% 5 Taco-
tron F 5 b i W AR AT 75 2 5 400 0 4L 1 A B AR TE )
SR R R B AlE T B U 7 G A L Bt R g R R T
AT S R v . AL B R AL A A A A R R
P 55 1 B8 1Y) O F 5 A AN T R B
3.2.1 WaveNet Z & # 7 %

o — 2 2 BUR — P LY T 36 T PixelCNN 9 A [al
19 5 7R A AR A WaveNet ™) AT 1 £z 4b 31 5 4R 5 450 JE . Fil
M PR IR % B (dialated causal convolutions) f %5 3 7 i 55 A
ARG AT AR 1 TR . R R R B SRR 5 2 K
L AE A 6] T 3 T 5 1 2 i) WaveNet, SampleRNNPY 7 8 2
TR 2 A AS 2L i A0, 3T RE TR 1K I 8] 125 88 P 30l )¢ 1 ] 7 51
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Fig. 1 WaveNet dialated causal convolutions 2’

2 T5 ik B Y Pk FE T LSTM, RNN A5 458 7
SR B S ¥ W 75 B AR AR L (H A2 A8 T AR B 25 54 R I 2% 45 £ 1
SEA) L ATH SR AE A MK [m) R, T — 25 1 e i Ty ) SR ] %
FEIR I T AL LA AR AR TR G R A R SRR ST B i
RofE B IR AT 22 K51 A A ARG AL BT Y BERT, GPT 4%
R I AR il 25 06 2%, LA B T} ) 2% 25 1 L iR A5 B R KRR

BEA , — 7 2 22 R B Al 28 I 4% AN TR) 5 A 12 3 36 3
TEARIE — & (& S & BT 09 [R) B, R 48 T 5 e iy H
By, Parallel WaveNet"? F| ] #f 2 %% & 25 18 (probability den-
sity distillation) A WaveNet H Il 2kt T — A~ 317 A 15t I 4%
ZIE S GAN WEA AH L2 Ab o B 24 A 0 28 A5 0L 2000 )
26 HE A 2R 43 A0 FE P 4R 0B ) 45 TR A8 194 TR) B S )1 5 2
A 2%, T 2 35945 B H — 4k 40 A . R A L WaveNet, 1%
R AT S IE 20 A5 B9S2 0 & AR BB & A L, [ B0 R AL A9 1 25
MEREAS AR AN FOR RT3 TR A WaveGlow™ ) 45 8 48
MR R 2 bR R S 28 SqueezeWave ) & 357 HE 41 3 4 1k
i, IR SR TR BE Al 4 2 45 R BEAT BT A AL KWguk 2> T R IR 47
5 AL 7 AR A AR S, (BT T A B ) 4 /N WaveG-
low 19 1/214,

RS — AR B TR A ) T £ R AL B4
B R R, It HOX e BE R AE R SCA 49 A SRR R b R Bl AR
PR AR W 2 frE,

K2 XL

Table 2 Vocoder comparison

Input

4 B[] A
ro5 e # A WaveGlow # 4 # f2 i+ & F 3%,
SqueczeWavel™ 20208 eyt ik k
, EFEEAER ERLKEEIR KB
aveGlow 21
WaveGlow-! 2019 4 g
r FlH — A % B RNN % #,# 2k F
22] 2018
WaveRNN O E TR AR
) ETHEIFE A Ko B 5 E f R
. [21] 2
SampleRNN TE e b
‘ JR % JE k) G B OF AT
Parallel WaveNetl23] 2017 & %j Tﬂ)ﬁjt MK E AT
LR S
) BAERARPY KER, B R AN
WaveNet 201 2016 & ;}a@kii%% Ay K ER, &R

3.2.2 Deep Voice, Tacotron & 47 & 7 %
Ui 3 3 (19 TTS A28 o fgr B AR AL 192 Deep Voice™ 7

F A Tacotron FFIBIED 2, SEER I A 8 55 F) A 12 8 78
W SCA L ¥ Ry W8 L SR JG 45 A WaveNet 55 i I8 A pl 455 A ol
Griffin-Lim B35 05035 5% 3 o JR 6 R 3146 i

Deep Voice fit - H B AL WF LI+ F 2017 4. ik
TFRET —A TTSHEARS L, BT ENTERAZEHSHE
A5 R T A5 AN AR 8 I 4% R AR DT O B — A 58 B 1Y
TTS e J5 %, B4 K Ut : Deep Voice™ Fl Deep Voice 20267 {f
BTSN TTS &1 a t 2 25 S T B0l i & R
Sy TR R B E R R AL | 3R A S I ) S0 AR B
A B0 S T DU AR TR RN A T, AR — AU SRR SR
T B E N S, A] S A UOIE N R A . Deep
Voice 3™ MM T 1 iR A H Ak UK, 51 A3 T 2 F1 DL
seq2seq BB ) A 78 00 ML At T 5 BR o 2 ) ROR iR
o M IR BT | F IS U A i 0 I TEOIR A5 T P AL 2% 2 8, i
PR R G TE g B, AN W7 b o 3E 0 58 38 (45 Deep Voice R 51
FARM R — R T I 02 B T2 bR TTS R4

Tacotron M AT A 32 2 o ) o TTS BEAR M 3 — KA
B TEZ RPN L EE DA 3 Char2wav™ , B 56
SEELTON T v 3 i A 1 A R BRI S B A 5 R Y U T
B WA S5 SCA B Y e 4 . B Char2wav 78 78 {8 H 75 %
i ZBAT) A T AR A% 2 H, i SCRk o] B2 i v 3 o Y
Tacotron J5 5 (WL IE 2) Fl 43 % ) (text, audio) X , EHL I
AN S FF DI ZRR RY , W) 42 B0 i i 1] e )5 it Grif-
fin-Lim S0 T 7 3 B 5 3 A . %07 R AR B encoder Al
decoder 41, {H 2 T $& F+ 8L &L (% 72 fL fig J1 , Tacotron 7 en-
coder #4312k FH B J5 % 5 Char2wav A Al , Tacotron 7 X [A]
RNN fij 3 4 45 FHUZ R 3% 25 14 42 40 19 07 =X, R 920 391 )22
iy A HEAT TAL 3, W] ek D 4 S8 BRI ISR B,

HJF 82 A Tacotron2 78 b 3 At E 82 1 % 3 A9
LSTM #1452 8 e i J2 I AR AT 4R OB e CBHG . 25 & i i
B WaveNet 75 5 &5, 3575 T M 36 N A & AR, 2 3
Tacotron Bi5E MG & SCHR[30-31 45 — B R T HER L
il Fl seq2seq R AE 15 ¥ A AL Y 2 2R CTC IR B4
ZA KA it s gt — 2 F R TR R SZ IR AE ), A R0
FRAR T 2R iR, N3 & T 2B LRE )1 . b3k Oy i 2 2 A
A A CHAR B 55 T B AT R AR SR ORI R AR BB 8, 3% I | F
SCHE 30 Lok B BOCRBUB R AT L 3R e e R R AR B R 4L (R LA
AR By by 52 ) 1 G A A S 0 () B 2 K IR SO T RO
XA TR U S B T BT A EESR . AH EE Deep Voice %
Tacotron 91 R M JE T 4 it 4% - 10 85 0 45t i — B4R A T
T 5 A Y (%) ) £ 3R s BE 7 5 R Ot A e A BS0R B BB A
W .

F 3 X T Deep Voice KJiE M Tacotron F 51 A& # 1 4%
T PERE 48 bR, HoH oF 34 3 W& WL 43 (Mean Opinion Scores,
MOS) A 9526 B A5 DX i)+ S A7 b P — SN AT i & R i A ik )
PR (R FIFH B W Z AR EHEENZm, &
B A P BN, i P R R B MOS B0 S LA L R
TR R AERAE . ATLLE H, R4 Tacotron R 3
Al Deep Voice FK % 1Y 14 58 4B 75 A Wi #2 7+, A J& Tacotron2 [
PEFH IR LA 0 255 AR A B 315 A 2% B AR 1Y THT Deep
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Voice 3 R T BB FUT GPU #3617 P2 11157
52K HE W B A
#* 3 LRI AR L

Table 3 Comparison of the performance softy picalmodels

" FRHER . o 3
H A & B MOS R # ROk H
Bt [ /ms
Tacotron(Griffin-Lim) %] 4.00140. 087 - -
Tacotron( WaveNet) 26 4.1740.18 590 2%10°
Tacotron2(Mel + WaveNet) 28] 4.52640.016 - —
Deep Voice 2(WaveNet) 26 3.53+0.12 780 500X 10°
Deep Voice 3(WaveNen) 2] 3.78+0.30 60 500X 10°

Griffin-Lim
reconstruction

Linear-scale
spectrogram

Attention

Attention is

 applied to all Decoder Decoder Decoder
|:||:||:| I DDU | decoder steps RNN RNN RNN
i Attentiol Attention Attention
RNN RNN RNN
1 1 3
( Pre-net Pre-net Pl‘e-net)

Char Embeddings |
<GO> Frame

%l 2 Tacotron 45 #4L9]

Fig. 2 Tacotron structure-?!

3.2.3 Ris#Esidt sk

JRAR B A O O 2 8 3 e Y A A T UM A L
EEWEDE T ERERERR 2 AR HE
HEHRI,

Tacotron 4 22 YLAE R I A i 07 3t 52 BL 3 4 e 8L &
Y AT PSS N AR A BE SR R, R DL A B G R
1 : 9 Tacotron B A B & (AR AE LI B39 RE 5 72l 2 )R 5UR
BRI R AR B B s B VAE 3R1538 208 20y 2 MR [ 230 A1

IEIERS B B AR G 5 (A 28 ) B A L) DG R A O R AE 45

W RS B 4 Y A 3R P 7 1 W AE Tacotron 151 A 42 )R
B FR 12 (Global Style Token, GST) , FHE T & /1 5% 4
o2 4% i 42 R FE U 2L B B token R R ALE AY 4 & 52 BLXL
W AR, FE M S 45 1R MOS fH T 35 4. 00, R4 GST ] 2
PEZ B AR I 25 B LR AR R R AU AN . L, R
] F 4 Jry ik A9 7 3K, SCHk [33 76 ik A B 45 v 5] A (8] 25 4
VLA 1 J= 950 45 A0F o T 23 ) 7 G B 4% i R A B 48 o 36 AT A
NS T R B BB 2ORLEE () JR FR 4R

55— R VAE 315 09 i 24 98 1) e A8 1 3R AR 15 & 4
AIE 38 3ok 36 R F G 4 o) KURS L T AL Tk TR R R B A T
IR TS AR 2 2] B . A SCHRE34 1B GST BB fE Ry B 4%
ALl VAE % AR s AR i 8 WU 19 R R A TTS
PO 2% AT R AT 7 8 KU 19 18 B G s SCHik (35 IR 45 Hir & 1 ]
TEN 4k 3 Householderer Flow F & T VAE 1 )5 % 4> £ » [l
i 2 AR KL BORE A R 2 1s 9 F B UM 3R IR it e &
S B R T

B ) A 1 T B AR AL TE A B SRR AR P 4R BUXURS 5
)2 N T 3t B b 7 2 PN A AR R O L SCHR (36 16 1t b 42 1
Tl T M PN A R XA A3 T k3B A I AR O i
/NG A5 5R, BT R YA I O L R IR 4 R (word error
rate) , #H b GST BEIIHOR N A 2.

H1 T L R AR B AR B JE Ui B 10 R A i T 0 S AR AL 4R BRI
AR ¢ FIE 7T fif B M A 25 O A Tacotron2 Y LRl |, SCHR
(37158 0 5 B 9K 3l 19 4 14 48 43 B 4 1% %% (Conditional Varia-
tional Auto-Encoder, CVAE) #& 4 T — F 40 kL & H. 0T i B (1)
R R g A A

AN, S 7% RIGAHE T8 U A R 45 R, 5 F GAN 1Y
A5 0 ) X 0 1 R AL okl DC C 3Bk 43 A, IR AE I hoid B e g
N HAI 0 A R FORE S R LSS T A S XU T )
R PEDS R R O vk PR AS W AR B R T
AFL i T3k 1) 5 T G R SCAS R N R, B2 BT
VEIG FI 8 8 50008 10 22 e o S B 7 T A 28 SR AT W A B . Taco-
tron RAY 5 R SC M T IR IC B SR 4 A,

VAR UL E ST TR AR RS B R A A Y Al B Rk
B AL S SRt A IR T 1 5 A A o 1 ) AR 45 T8 M 2 T X
R TR LU RARE R R SCA N A 58 505, A 3h ik
PR UCTC G 55 09 AR B L LA 3 H 9 o

2 4 Tacotron Ktk kil A

Table 4 Summary of Tacotron and improvement methods

L LIRS Bt [8] H B
% 5 B9 (text.audio) xt, B 8 4 M R H 3%, # 3t Griffin-
ac [9] 7
Tacotron 2017 4 Lim & & 3% %
A AER B (E B — 5 B &R L W 4% %R
[28] 2018
Tacotron2 O F kR
6T 2018 4  # Tacotron # 5| X GST, A & I B 7 R 4% ) #14£ % k%
VAERY 2018 4 F|J VAE % 3] & % KUk by 4 £ & 3, 3F 4 4 Tacotron2

% # Tacotronl # Tacotron2, | f # 8y CTC A 7| # &

Auxiliary CTC Recognizer[aoj 2019 4

KX AMBAE FHRHAEZ RN LEL, BRERE

Multiple Input Encoder!) 2019 4

CVAERT 2020 4

HAEA NGB BERBEF)TF T &R &N A
ik BB R AE

% 3 Tacotron2.# i & [ )t CVAE *f % 7 % £ # o
RBAMERE-—FAREWHERTESR
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3.2.4 Bk A RAER GRS AT S,

ZBR+ Tacotron 5515 & & W 7 1 b RNN 132 55 3 B L)
e B TAT A R0 Hp 5 2 B R Of I 8 A 1 ] S, SR 4R e A R 1Y
6 E B R SR AR 4 A BRE 7L AR R SEEL AR L £
BTN W B

SCHR 3942 M ) T B8 B B TTS £ 48 RNN, I 45 4 ]
PREE 2R 09 FE R I HLE L vT#E 15h (N SEEE 20 T waEft, bid
IR SAE 2 N SCA B A R A T T E AR A 0 PR e ) A
A SR, 5 22 S R Y S SCRR[40-41 148 51 48 3 Ay 2 4 L0 AR
FW I M 2254 ClariNet, 0] B B2 K 3CA 55 #e o S 46 14 35 45
W . %07 il it e KA SRAG I 2k WaveNet, Xt [ Parallel
WaveNet, F At 357 T 32 %5 2 28 18R P 20330, OF 1 Bh o
AN i ) TE U KL IORE 3858 T I S od 2R ) e e A5
BRI 253 B HE 2T RNN BRI T T 10 %50 |

HF x4 WaveNet, ClariNet K B [8] 15 5% 388 15 4 & 7= 4 1
I BB 7 T BN JE L FastSpeech 3R47 45 8 T M 2K 35 L A 1
F I8 19 Transformer K148 58 269. 4 £%, 3 38 oF 4 B2 47 78
TGP R S i e S e S T R
P GAN-TTS Fl Fl — A~ i1 4% B b 48 M 4% (Convolutional
Neural Networks, CNN) 4 5% A9 155 25 i 5 A i A B s . IF
LEG A S AR S B T 3 0 [ AR

ot 25 BF 5 R ER A AT e B0 S 80 i A R 14 JB 0 o A
T8 80 AT — 52 19 2 AIF 39 4k B0 45 1 5 A R T 4 THASE D 1 bk L I
WO AR 22 WF 5% 3 22 UL JB 06 2008 A AR BT L 7 1 — S8 R AE b
BT H, B A O X R L 5 1 e Y 3R v B 3 1 O A 2
ARARL 2 330 S R A Ak SRS e %) 00 D) 1 O i 2, o o A ) T
Ja 62 11 B A B AT o PR AT AR T R i 3 s 1 R 4
. W BOFFIN TTS™ ] i 57 2 31 & % 5 He it iy A 1 SCA
PEAT T A B, 22 J5 S BT T ORE 2 0 T R DL S 4 4k
Tt B TTS B2 8 I8 AU 2 5 T R S Bl T /v
A2 3 3 H ol R A B 10 min (935 3 BEAS & BURT 015 3 .

4 BEEFHR

Wi TTS R MIE & BARMAREE LEIET AR AN,
Bh T F 8BRS AR R — P IR BOT S i b
iE SRR TR A BUE & 8 A AR R AR R B B AR XS
A,

o F T 50 R R TR B AL (Gaussian Mix-
ture Model, GMM) , i i i I Jil B¢ 75 #% A Charmonic plus
noise model) \STRAIGHT 4 J5 ¥& 4R BURHAIE . B 42 491 35 L 4% 5
BT JC SRR AT , AT 2 B A e, (B T gt iy AR e U7
S AR By A Y- ¥ 5 A AL ) R Sy s SR [45-46 ]
I 2% 1 32 BR 3% /K 2% 2 HL Cconditional restricted boltzmann
machine) %% >J [5G 1 & I H B3 1 5 19 48 22 ) 3 40 19 £ 1k AR
RMESE R, T F R B A % B S BT IR A B B (joint density
gaussian mixture model) F I WA, 45 & B [8] 43 f# (temporal
decomposition) Y Ja) #B £k #4 ZF 4 (local linear transformation)
P T — BP0 Ik SR A U RBUG 1R
o] A T o6 R LR T HMM & R iE S E e, H Bk
ey e R TRIBIRE ) 0 TR S P RAM S E RS

B 2o AR AR A B (BB 0 AN 2 L 3k 28 O Wt A S Y ) B A
TE . RO ZRAs 0 55 22 5 S 4 e VR U AR H AR SIS AN B 7
B 7 e 3G P T R s e A I R AR 100 1 R B T L
FE TGRS S T A 56 BRCHE R R R0 A R R B R T
Xof 35 R R A T A — A B A I SR X AR i
2 TR AT ATYEAR . AR R 1A R T AR O AT AR
AR W B 2 2] 5 ik W O R AR 4% S B T B O [R)
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