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Abstract WebRTC (Web real-time communication) can achieve real-time video and audio communication on the Web
without installation of any plugin or client software. It is accepted as W3C draft, because of low development cost and
wide application range. WebRTC is bringing us an innovation era on multimedia communications, The overall framework
of WebRTC-based real-time video and audio communication was introduced first,and then the related key technologies
of WebRTC were elaborated, including signaling mechanism, Web app and WebRTC of low layer of browser. The latter
also includes video codec module, audio codec module and transmission module, Next, implementation details of

WebRTC real-time video and audio communication applications were compared from the point of view of two users and

multiple users. Finally,open issues that are worthy of further study were discussed.
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